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Abstrakt

vevs

miry potlaceni ruseni na typu vstupniho ruseni. Podrobnou analyzou struktury , Linearly
Constrained Beamformer with Adaptive Constraint Values‘(LCB), skladajici se z beam-
formeru s adaptivni postfiltraci (BAP) a alternativni realizace adaptivniho bamformeru
zvané ,generalised sidelobe canceler(GSC), byla nalezena mozna cesta k feSeni tohoto
problému — kombinace LCB struktury s koherené¢ni filtraci (CF). Vhodnost navrzeného
feseni byla posouzena kritériem miry potlaceni Sumu (NR). Na zakladé provedenych roz-
bort byly navrzeny cile dalsi prace.

Summary

The most important problem of the multi-channel speech enhancement systems is the
systems dependence on the input noise type. The detail analysis of the linearly constrained
beamformer with adaptive constraint values (LCB), combination of the beamformer with
adaptive postfiltering (BAP) and the alternative realisation of the adaptive beamformer
called the generalised sidelobe canceler (GSC), was performed. The potential way of the
problem solution — combination of the LCB and coherence filtering (CF), was proposed
using the analysis results. The proposed solution was evaluated by the objective criterion
called noise reduction (NR). The goals of the next work was marked out considering the
results of the performed analyses.
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